GTTSIP

TRUNKING

Global Reach with centralized configuration

As voice requirements shift toward global consistency, cloud integration and resilience, enterprises
are consolidating providers and adopting centralized SIP trunking to simplify operations while
maintaining performance and security.

GTT SIP Trunking addresses these needs by providing high call quality and reliable voice services
across the globe. As enterprises deploy their digital transformation initiatives, voice, typically their most
important application needs to be cared for as IT teams support a ‘work from anywhere’ culture.
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GTT CLOUD PHONE SYSTEM DIRECT

With GTT SIP Trunking, you can leverage our global, fully redundant and robust SIP based
network to provide PSTN access to users via pre-established connections to leading
cloud phone system providers.

Microsoft Teams Operator Connect

Simplified procurement and enhanced Teams voice experience for customers.
Customers can assign telephone numbers to users and enable GTT as their global voice
carrier via Microsoft Admin center.

Microsoft Teams Direct Routing

GTT can deliver dedicated SIP trunks to Microsoft Teams services residing in Office
365. As a Tier 1I1SP, GTT peers directly with Microsoft, ensuring

the lowest latency connectivity between our voice network and Microsoft Office 365.

Cisco Webex Calling

The GTT SIP Trunking service can provide Cloud Connected PSTN (CCP) capabilities for
Cisco Webex Calling clients. Customers can make inbound and outbound telephone calls
using telephone numbers assigned by or ported

to GTT.

Zoom Phone BYOC
With Zoom’s BYOC feature, customers can use GTT SIP Trunking together with the Zoom
Phone cloud. Customers can enjoy all of the benefits and features of Zoom Phone while

benefiting from GTT’s global voice solution for outbound calling, as well as new and ported
DIDs.

Google SIP Link

Organizations can now unify their enterprise voice strategy by integrating GTT’s SIP
Trunking services with Google SIP Link. This integration enables the use of Google Voice
desktop features—such as voicemail transcription, ring groups, and intelligent call
forwarding.

AnywhereNow

Easily incorporate GTT Voice with AnywhereNow cloud-based contact center,
natively integrated with Microsoft Teams. You can activate a GTT SIP Trunk group
to Microsoft Teams Direct routing and AnywhereNow

ABOUT GTT

GTT is a leading networking and security as a service provider for multinational
organizations, simply and securely connecting people and agents to data and
applications anywhere in the world. We serve thousands of organizations, bringing
together the right people, partners and technology to reduce the burden on IT
teams and solve the most pressing networking and security challenges.

Built on our highly ranked global Tier 1 network, GTT Envision is a single global
technology platform to connect, orchestrate, virtualize and automate enterprise
networks, enabling customers with consumable solutions to achieve business
missions and meet ongoing demand when, where and how needed. Our portfolio
includes SASE, SD-WAN, security, Internet, voice and other connectivity options,
complemented by a suite of professional services and exceptional sales and support
teams in local markets around the globe. We partner with our customers to deliver
Greater Technology Together. For more information, visit www.gtt.net.
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KEY
BENEFITS

Global reach

Activate new numbers or migrate
existing geographic numbers in
40+ countries. Consolidate your
legacy supplier relationships.

Cloud phone system
integration

Direct routing capabilities to
collaboration partners like
Microsoft Teams, AnywhereNow,
Google SIP, Cisco Webex Calling
and Zoom Phone. Further details
can be found on Cloud Phone
System data sheet.

Fast SIP trunk implementation
SIP trunk provisioning is quick,
avoiding a long delivery schedule.
Easily incorporate any mix of
legacy telephony equipment.

Quality worldwide

outbound calling

Ensure optimum quality and low
latency for calls delivered over
GTT’s global IP backbone and
terminated locally.

Free office-to-office calls
Calls between SIP trunk-
connected offices are free
regardless of geographic location.

Routing control &

3rd party integration
Customers looking for added
routing control and flexibility to
integrate their own third party
voice carrier can do so by enabling
aGTT SIP Trunk VVN.



https://www.facebook.com/GTTCommunications/
https://twitter.com/gttcomm?lang=en
https://www.linkedin.com/company/gtt/
https://www.youtube.com/channel/UCbV-DMg07JCzaGJpwcrACUQ
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